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1
HEARING DEVICE WITH TWO OR MORE
MICROPHONES AND TWO OR MORE
RESONATORS HAVING DIFFERENT
LENGTHS AND THE SAME RESONANT
FREQUENCY

This application is a Divisional of application Ser. No.
13/439,642, filedon Apr. 4, 2012, which claims priority under
35 US.C. §119(e) to U.S. Provisional Application No.
61/474,768 filed on Apr. 13,2011 and under 35 U.S.C. §119
(a) to Patent Application No. 11162261.9 filed in Europe on
Apr. 13, 2011. The entire contents of the above applications
are hereby incorporated by reference.

TECHNICAL FIELD

The present invention relates to a hearing device with two
or more microphones. More specifically, the present inven-
tion relates to a hearing device such as e.g. a hearing aid or a
listening device, which receives acoustic signals from a per-
son’s surroundings, modifies the acoustic signals electroni-
cally and transmits the modified acoustic signals into the
person’s ear or ear canal.

The invention may e.g. be useful in applications such as a
hearing aid for compensating a hearing-impaired person’s
loss of hearing capability or a listening device for augmenting
a normal-hearing person’s hearing capability.

BACKGROUND ART

European patent EP 1 579 728 B1 discloses a hearing aid
with two microphones, wherein output signals from both
microphones are combined to provide directional micro-
phone signals.

Combining signals from two or more microphones in a
hearing device is often encountered in the prior art. A prereq-
uisite for obtaining e.g. a good “figure-eight” directional
microphone signal is that the frequency characteristics of the
microphones match each other closely. However, the physical
embedding of a microphone or electroacoustic transducer
affects its frequency characteristic. Therefore, such transduc-
ers are typically embedded in equal physical environments
within the hearing-device housing and with conduits of equal
length leading from respective sound inlets in the housing to
the respective transducers. Since the locations of the sound
inlets are typically dictated by audiologic requirements, this
puts undesired constraints on the physical layout of the hear-
ing device.

U.S. Pat. No. 3,458,668 A discloses a hearing aid with two
microphones, each with a conduit leading from the micro-
phone to a respective opening in the hearing-aid housing. The
conduits have different lengths. The amplitude of the sound
signal reaching a microphone may be changed by changing
the length of the respective conduits. In this configuration, the
frequency characteristics of the microphones do generally not
match each other.

US patent application 2008/013770 A discloses a micro-
phone array with guide tubes of different lengths each leading
from a respective microphone to a respective opening in the
housing. A damper is placed in the shorter ones of the guide
tubes to provide equal sound signal delays between the open-
ings and the microphones. Also in this configuration, the
frequency characteristics of the microphones do generally not
match each other.

International patent application WO 2004/098232 A1 dis-
closes a hearing aid with a microphone having a first tube
leading sound to the microphone. In order to prevent ultra-
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sonic sound from reaching the microphone, a second tube is
connected to the first tube near the microphone. The length of
the second tube is dimensioned to have the second tube func-
tion as a quarter-wavelength resonator that dampens ultra-
sonic frequencies. Applying these teachings to a hearing
device with two microphones would constrain the physical
layout of the hearing device further.

It is an object of the present invention to provide a hearing
device, which does not suffer from the above problems. Itisa
further object of the present invention to provide a hearing
device with two or more microphone units each having a
conduit leading from a respective sound inlet in the hearing-
device housing to arespective transducer, wherein the lengths
of'the conduits may differ without causing a difference in the
frequency characteristics of the microphone units and
wherein ultrasonic frequencies may be dampened, while at
the same time allowing a higher freedom in the physical
layout of the hearing device.

DISCLOSURE OF INVENTION

These and other objects of the invention are achieved by the
invention defined in the accompanying independent claims
and as explained in the following description. Further objects
of'the invention are achieved by the embodiments defined in
the dependent claims and in the detailed description of the
invention.

Inthe present context, a “hearing device” refers to a device,
such as e.g. a hearing aid or an active ear-protection device,
which is configured to improve or augment the hearing capa-
bility of an individual by receiving acoustic signals from the
individuals’ surroundings, modifying the acoustic signals
electronically and providing audible signals to at least one of
the individual’s ears. Such audible signals may e.g. be pro-
vided in the form of acoustic signals radiated into the indi-
vidual’s outer ears, acoustic signals transferred as mechanical
vibrations to the individual’s inner ears via the bone structure
of the individual’s head and/or electric signals transferred to
the cochlear nerve of the individual. A “hearing system”
refers to a system comprising two hearing devices to be worn
at or in opposite ears of the individual. A “binaural hearing
system” refers to a hearing system wherein the two hearing
devices are configured to communicate with each other and to
coordinate their signal processing. Hearing devices, hearing
systems and binaural hearing systems may e.g. be used in
compensating for a hearing-impaired person’s loss of hearing
capability or augmenting a normal-hearing person’s hearing
capability.

In the present context, a “transducer” refers to an electroa-
coustic transducer for converting an acoustic signal into an
electric signal, e.g. a microphone.

The transducer or microphone may function according to
any known transducer principle, e.g. electrodynamic, electro-
static or piezoelectric. An “active element” of a transducer
refers to the element configured to receive the acoustic signal,
e.g. a diaphragm.

As used herein, the singular forms “a”, “an”, and “the” are
intended to include the plural forms as well (i.e. to have the
meaning “at least one”), unless expressly stated otherwise. It
will be further understood that the terms “has”, “includes”,
“comprises”, “having”, “including” and/or “comprising”,
when used in this specification, specify the presence of stated
features, integers, steps, operations, elements and/or compo-
nents, but do not preclude the presence or addition of one or
more other features, integers, steps, operations, elements,
components and/or groups thereof. It will be understood that
when an element is referred to as being “connected” or



US 9,185,498 B2

3

“coupled” to another element, it can be directly connected or
coupled to the other element, or intervening elements may be
present, unless expressly stated otherwise. As used herein, the
term “and/or” includes any and all combinations of one or
more of the associated listed items.

BRIEF DESCRIPTION OF THE DRAWINGS

The invention will be explained in more detail below in
connection with preferred embodiments and with reference to
the drawings in which:

FIG. 1 shows a hearing device according to a first embodi-
ment of the invention,

FIG. 2 shows a microphone unit of a hearing device accord-
ing to a second embodiment of the invention, and

FIG. 3 shows a microphone unit of a hearing device accord-
ing to a third embodiment of the invention.

The figures are schematic and simplified for clarity, and
they just show details, which are essential to the understand-
ing of the invention, while other details are lett out. Through-
out, like reference numerals are used for identical or corre-
sponding parts.

Further scope of applicability of the present invention will
become apparent from the detailed description given herein-
after. However, it should be understood that the detailed
description and specific examples, while indicating preferred
embodiments of the invention, are given by way of illustration
only, since various changes and modifications within the
spirit and scope of the invention will become apparent to
those skilled in the art from this detailed description.

MODE(S) FOR CARRYING OUT THE
INVENTION

The hearing device 1 shown in FIG. 1 has a housing 2
comprising a first transducer 3, a second transducer 4, a first
chamber 5, a first pipe 6 with a first sound inlet 7, a second
chamber 8 and a second pipe 9 with a second sound inlet 10.
The housing 2 further comprises signal processing means
(not shown) configured to process output signals from the
transducers 3, 4 and to provide the processed signals to the
user of the hearing device in an audible format as is well
known in the art. Such signal processing means may include
amplifiers, analog-to-digital converters, filters, digital signal
processors, digital-to-analog converters, loudspeakers, vibra-
tors etc. as is also well known in the art. Some or all of these
may be located outside the housing 2 and still form part of the
hearing device 1.

The first chamber 5 and the first pipe 6 are fluidly con-
nected to form a first conduit 5, 6 leading from the first sound
inlet 7 to an active element 11 of the first transducer 3. The
first conduit 5, 6 is preferably air-tight except at the first sound
inlet 7, which penetrates the housing 2 so that acoustic signals
from the surroundings may enter the first conduit 5, 6 through
the first sound inlet 7 and reach the active element 11 of the
first microphone 3 via the first conduit 5, 6. The physical
dimensions of the first chamber 5 and the first pipe 6 are
chosen such that the first conduit 5, 6 forms a first acoustic
resonator with the first chamber 5 acting primarily as an
acoustic compliance C1 and the first pipe 6 acting primarily as
an acoustic mass M1. The first chamber 5 is characterised by
its volume V1, and the first pipe 6 is characterised by its
effective acoustic length [.1 and its cross-sectional area S1.

Similarly, the second chamber 8 and the second pipe 9 are
fluidly connected to form a second conduit 8, 9 leading from
the second sound inlet 10 to an active element 12 of the
second transducer 4. The second conduit 8, 9 is preferably
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air-tight except at the second sound inlet 10, which penetrates
the housing 2 so that acoustic signals from the surroundings
may enter the second conduit 8, 9 through the second sound
inlet 10 and reach the active element 12 of the second trans-
ducer 4 via the second conduit 8, 9. The physical dimensions
of the second chamber 8 and the second pipe 9 are chosen
such that the second conduit 8, 9 forms a second acoustic
resonator with the second chamber 8 acting primarily as an
acoustic compliance C2 and the second pipe 9 acting prima-
rily as an acoustic mass M2. The second chamber 8 is char-
acterised by its volume V2, and the second pipe 9 is charac-
terised by its effective acoustic length 1.2 and its cross-
sectional area S2.

The first conduit 5, 6 and the first transducer 3 together
form a first microphone unit 13. The second conduit 8, 9 and
the second transducer 4 together form a second microphone
unit 14. The first and second microphone units 13, 14 together
form a microphone system 15.

The value of the acoustic compliance C1, C2 of each cham-
ber 5, 8 may be computed in conventional way from:

C=m-VI(p-c?), 1)

where:
C is the acoustic compliance C1, C2 of the chamber 5, 8,
V is the volume V1, V2 of the chamber 5, 8,
p is the density of the ambient air, and
¢ is the sound velocity in the air.
The value of the acoustic mass M1, M2 of each pipe 6, 9
may be computed in conventional way from:

M=L-p/s, @

where:
M is the acoustic mass M1, M2 of the pipe 6, 9,
L is the effective acoustic length [.1, .2 of the pipe 6, 9, and
S is the cross-sectional area S1, S2 of the pipe 6, 9.
Computing the effective acoustic length of a pipe is well
known in the art.
The frequency of resonance f1, f2 of each conduit 5, 6, 8,9
may be computed from:

f=2me(S/(L-V)), which is proportional to 1V/(M-C), 3)

where:
fis the frequency of resonance f1, {2 of the conduit 5, 6, 8,
9.

The physical dimensions of the chambers 5, 8 and the pipes
6, 9 are chosen such that the frequency of resonance f1 of the
first conduit 5, 6 equals the frequency of resonance 12 of the
second conduit 8, 9. This ensures that the frequency charac-
teristics of the first and second microphone units 13, 14 are
equal, given that the first and second transducers 3, 4 are
identical.

The identity of the frequency characteristics of the first and
second microphone units 13, 14 allow the signal processing
means to process the transducer output signals to obtain
improved directional characteristics of the microphone sys-
tem 15. Configuring the conduits 5, 6, 8, 9 and choosing the
physical dimensions of the chambers 5, 8 and the pipes 6,9 as
described above, allows the physical layout of the micro-
phone units 13, 14 to differ substantially, e.g. to have conduits
5, 6, 8, 9 of substantially different lengths. This gives the
designer of the hearing device 1 more freedom to place the
transducers 3, 4 within the housing 2 without risking a dete-
rioration of the frequency and directional characteristics of
the microphone system 15.

As an example, the common frequency of resonance f1, {2
may be chosen to be 20 kHz, which is above the frequency
range processed by signal processing means of typical hear-
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ing devices, i.e. above 16 kHz, and below the frequency range
used by most ultrasonic appliances, i.e. below 25 kHz.

By choosing the physical dimensions of the chambers 5, 8
and the pipes 6, 9 such that the frequencies of resonance {1, 2
are located above the frequency range processed by the signal
processing means of the hearing device 1, it is prevented that
small deviations between the acoustic properties of the con-
duits 5, 6, 8, 9 affect the audible signals provided to the user
of'the hearing device 1. By choosing the physical dimensions
of'the chambers 5, 8 and the pipes 6, 9 such that the frequen-
cies of resonance fl, f2 are located below the ultrasonic
frequency range, a dampening of ultrasonic frequencies is
accomplished. The latter is due to the fact that each conduit 5,
6, 8, 9 functions as a low pass filter with a relatively steep
roll-oft above the frequency of resonance f1, 2. A dedicated
quarter-wavelength resonator for dampening of ultrasonic
frequencies as disclosed in WO 2004/098232 A1 may thus be
omitted.

Depending on the properties of the hearing device 1, it may
be desirable to place the frequencies of resonance f1, 2 above
e.g. 10kHz, 16 kHz or 20 kHz. Similarly, it may be desirable
to place the frequencies of resonance f1, f2 below e.g. 30 kHz,
25 kHz or 20 kHz.

Alternatively, one or more of the microphone units 13, 14
may be configured as shown in FIG. 2. The microphone unit
16 equals the second microphone unit 14 shown in FIG. 1,
except that the pipe 9 comprises a first and a second pipe
section 9a, 95 separated from each other and that the chamber
8 is arranged so that it fluidly connects the first and second
pipe sections 9a, 9b. The transducer 4 is arranged with its
active element (not shown) in fluid connection with the sec-
ond pipe section 95. Thus arranging the chamber 8 at other
locations along the pipe 9 does not change the acoustic prop-
erties of the conduit 8, 9, 9a, 95 as long as the total length of
the pipe 9, i.e. the sum of the lengths of the pipe sections 9a,
9b, remains constant. This provides further freedom for the
physical layout of the microphone system 15.

Alternatively or additionally, one or more of the micro-
phone units 13, 14 may be configured as shown in FIG. 3. The
microphone unit 17 equals the second microphone unit 14
shown in FIG. 1, except that a portion of the pipe 9 is replaced
by a plurality of pipe branches 94, 9e, each fluidly connecting
a respective branch inlet 104, 10e in the housing 2 with the
chamber 8 via a common pipe section 9c, thus forming a
branched pipe 9¢, 94, 9¢. The common pipe section 9¢ may be
omitted, so that the pipe branches 9d, 9¢ connect directly to
the chamber 8. The acoustic mass M3 ofthe branched pipe 9c,
9d, 9¢ may be computed from:

M3=M3c+1/(1M3d+1/M3e), )

where:

M3c is the acoustic mass of the pipe section 9c,

M3d is the acoustic mass of the pipe branch 94, and

M3e is the acoustic mass of the pipe branch 9e.

The locations of the branch inlets 104, 10e may be chosen
to allow better reception of acoustical signals for hearing
devices 1 located behind the ear of a user, e.g. be on opposite
sides of a hearing-device housing 2. Alternatively, the loca-
tions may be chosen to provide a non-uniform directional
characteristic of the acoustic signals reaching the microphone
4, e.g. on a surface of the housing 2 facing away from the
user’s head.

Since the location of the sound inlets 7, 10, 104, 10e has an
influence on the acoustic properties of the microphone units
13, 14, 16, 17, branching as explained above should prefer-
ably be applied to either none or all microphone units 13, 14,
16, 17 within the microphone system 15.
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The relative locations of the branch inlets 104, 10e should
preferably be equal or at least similar for each of the micro-
phoneunits 13,14, 16, 17 within the microphone system 15 in
order to maintain the possibility to provide good directional
microphone signals by processing the microphone output
signals.

The microphone system 15 may comprise three or more
microphone units 13, 14, 16, 17, in which case the frequency
of resonance fl1, {2 should preferably be equal for all micro-
phone units 13, 14, 16, 17 within the microphone system 15.

The microphone system 15 may be used in each of the two
hearing devices 1 forming a hearing system or a binaural
hearing system.

Further modifications obvious to the skilled person may be
made to the disclosed device without deviating from the spirit
and scope of the invention. Within this description, any such
modifications are mentioned in a non-limiting way.

Some preferred embodiments have been described in the
foregoing, but it should be stressed that the invention is not
limited to these, but may be embodied in other ways within
the subject-matter defined in the following claims. For
example, the features of the described embodiments may be
combined arbitrarily.

Any reference numerals and names in the claims are
intended to be non-limiting for their scope.

The invention claimed is:

1. A microphone system, comprising:

a housing;

a first transducer;

a first chamber being fluidly connected to a first pipe to
form a first conduit leading from a first sound inlet,
penetrating the housing, to the first transducer;

a second transducer; and

a second chamber being fluidly connected to a second pipe
to form a second conduit leading from a second sound
inlet, penetrating the housing, to the second transducer,
wherein

a first physical dimension of the first conduit is in a rela-
tionship with a second physical dimension of the second
conduit such that lengths of the first and second conduits
are different but frequencies of resonance of the first
conduit and the second conduit are equal,

afirst cross sectional area of the first pipe and a first volume
of the first chamber is in the relationship with a second
cross sectional area of the second pipe and a second
volume of the second chamber, and

the relationship is based on adapting cross sectional areas
of the pipes and volumes of the first chamber and the
second chamber with respect to different lengths of the
conduit and the equal frequency of resonance of the
conduit as defined by

Fe2meV(SILTY)

where f is the frequency of resonance of the conduit,
¢ is the sound velocity in air,
S is the cross sectional area of the pipe,
V is the volume of the chamber, and
L is the effective acoustic length of the pipe.
2. The microphone system according to claim 1, wherein
the microphone system is comprised in a hearing device.
3. The microphone system according to claim 2, further
comprising:
a signal processor configured to process output signals
from the transducers and to provide an audible pro-
cessed signals to a user of the hearing device.
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4. The microphone system according to claim 1, wherein

the first conduit forms a first acoustic resonator with the

first chamber acting primarily as a first acoustic compli-
ance and the first pipe acting primarily as a first acoustic
mass; and

the second conduit forms a second acoustic resonator with

the second chamber acting primarily a second acoustic
compliance and the second pipe acting primarily as a
second acoustic mass.

5. The microphone system according to claim 1, wherein

the first physical dimension comprises a first volume of the

first chamber, a first cross sectional area, and a first
length of the first pipe; and

the second physical dimension comprises a second volume

of the second chamber, a second cross sectional area,
and a second length of the second pipe.

6. The microphone system according to claim 1, wherein at
least one of the conduits comprises a first and a second pipe
section separated from each other and chamber fluidly con-
nects the first and second pipe sections.

7. The microphone system according to claim 1, wherein at
least one of the conduits comprises a plurality of pipe
branches and wherein each of the pipe branches fluidly con-
nects a respective branch inlet penetrating said housing with
said chamber.

8. The microphone system according to claim 7, wherein a
common pipe section fluidly connects each of the pipe
branches with the chamber.

9. The microphone system according to claim 1, wherein
the frequencies of resonance are located above a frequency
range processed by a signal processor of the microphone
system.

10. The microphone system according to claim 1, wherein
the frequencies of resonance are located above 16 kHz.

11. The microphone system according to claim 1, wherein
the frequencies of resonance are located below ultrasonic
frequency range.

12. The microphone system according to claim 1, wherein
the frequencies of resonance are located below 25 kHz.

13. A hearing device, comprising:

a housing; and

a microphone system, the microphone system including

a first transducer;

a first chamber being fluidly connected to a first pipe to
form a first conduit leading from a first sound inlet,
penetrating the housing, to the first transducer;
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a second transducer; and
a second chamber being fluidly connected to a second
pipe to form a second conduit leading from a second
sound inlet, penetrating the housing, to the second
transducer, wherein
a first physical dimension of the first conduit is in a rela-
tionship with a second physical dimension of the second
conduit such that lengths of the first and second conduits
are different but frequencies of resonance of the first
conduit and the second conduit are equal,
afirst cross sectional area of the first pipe and a first volume
of the first chamber is in the relationship with a second
cross sectional area of the second pipe and a second
volume of the second chamber, and
the relationship is based on adapting cross sectional areas
of the pipes and volumes of the first chamber and the
second chamber with respect to different lengths of the
conduit and the equal frequency of resonance of the
conduit as defined by

Fe2meV(SILTY)

where f is the frequency of resonance of the conduit,

¢ is the sound velocity in air,

S is the cross sectional area of the pipe,

V is the volume of the chamber, and

L is the effective acoustic length of the pipe.

14. The hearing device according to claim 13, further com-

prising:

a signal processor configured to process output signals
from the transducers and to provides an audible pro-
cessed signals to a user of the hearing device.

15. The hearing device according to claim 13, wherein

the first conduit forms a first acoustic resonator with the
first chamber acting primarily as a first acoustic compli-
ance and the first pipe acting primarily as a first acoustic
mass; and

the second conduit forms a second acoustic resonator with
the second chamber acting primarily a second acoustic
compliance and the second pipe acting primarily as a
second acoustic mass.

16. The hearing device according to claim 13, wherein

the first physical dimension comprises a first volume of the
first chamber, a first cross sectional area, and a first
length of the first pipe; and

the second physical dimension comprises a second volume
of the second chamber, a second cross sectional area,
and a second length of the second pipe.
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